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1.0 Setup Diagram

Figure 1-1 is a setup diagram for a single IP Phone AT620P configuration. The phone is

setup as a SIP telephony device.

Figure 1-1. Setup Diagram
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2.0 Host PC Environment

Table 2-1. Host Server Environment Details

Hardware Type Elastix Appliance ELX-Series
Hardware Version ELX-3000
Software Type Elastix
Software Version 2.3

3.0 Test Setup Equipment

Table 3-1. Test Setup Equipment

IP (SIP) Phone N/A N/A
Atcom AT620P 1.7.370.151
Switch N/A N/A
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4.0 Setup Procedure

To set up the Elastix Server for the Atcom AT620P,

1. Go to the web address of the Elagtix Server Login page. The web address is
determined by the customer, for this guide we have used the IP address 192.168.1.65

2. On the Login page, type the username and password for an administrative user into
the Username and Password fields, see Figure 4-1. The username and password are
determined by the customer.

Figure4-1. Login
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Password:

3. Press Enter or click on the Submit button to go to Elastix’s Dashboard

4. Onceinside, click on the PBX tab on the menu at the top of the screen

Figure 4-2. Dashboard

Users : d ) e ces
Dashboard & Dashboard @ H * ?

Dashboard Applat Admin
System Resources S Processes Status S
S —— N _— — 4 | Telephony Service RUNNING
Histary.
T ( @ | [nstant Messaging Service NOTRUNNING | w
/- / / L1 |Fax service RUNNING v
PRIIRE cPu RAM SWAP & | Email Service RUNNING =
2 § |Datebase service RUNNING -
CPU Info: Intel(R) Atom(TM) CPU D525 @ 1.80GHz
Uptime: 18 days, 19 hour(s), 23 minute(s) @ b server RUNNING v
CPU Speed: 1,800.21 MHz
Memory usage: RAM: 2,000.84 Mb SWAP: 4,094.68 Mb gedulEactiuaal centeorSemice NOT INSTALLER
Hard Drives. > Performance Graphic S
Simultaneous calls, memory and CPU
0% Used B8 100% Available 1.015 7 X
_ 300
Hard Disk Capacity: 447.11G8 3.0 1.010
Mount Paint: / t 1,005 1%
/ Manufacturer: ST950042345 -0
\ 1.000 3,
200
10 0.995
Logs: 93M Local Backups: 102M 94 0,990 ~1%0
Emails: 8.0K Configuration: 76M
Voicemails: 104K Recordings: 8,0K
https://172.25.2.0findex.php pbxconfiq

5. Click on the Submit button to add an extension, see Figure 4-3. This will take you to
the Add SIP Extension page.
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Figure4-3. Add an Extension
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6. On the Add SIP Extension page (Figure 4-4), fill in the following information:

e User Extension (301 in this example)
* Display Name (‘AtcomAT620’ in this example)
* secret (*h7Dka3Rf9si0t’ in this example)

Figure4-4. Add SIP Extension
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7. Click on the “Submit” button at the end of the page. The extension will be created and
you will see the page on Figure 4-5 displaying the “Apply Configuration Changes Here”
pink ribbon on top of the screen.

8. Click in the “Apply Configuration Changes Here” link
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Figure 4-5. Apply Configuration ChangesHere
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9. With this you have just finished creating a SIP extension that will be used by the
Atcom AT620P to register with the Elastix Server. Repeat Steps 5 through 8 to similarly
create another extension (different values on Step 6) to be used by the IP (SIP) Phone to
register as well (extension 302 in this example). Once finished you will see something
similar to Figure 4-6

Figure 4-6. Atcom and | P Phone extensions successfully created
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10. Y ou will need to enter the information from the extension created on the Elastix
Server into the Atcom Phone.

For the initial configuration, refer to the Atcom AT620P User Manual which can be
found at: http://www.atcom.cn/AT620P.html

Factory default settings

IP Addressing DHCP
Web Access User Name | admin
Web Access Password | admin

11. Log in to the Atcom AT620P WebUI by pointing your browser to the Atcom
Phone’s IP address.

12. When prompted, enter the Web Access Username and Web Access Password to
access the Atcom WebUI (Figure 4-7).
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Figure4-7. Atcom AT620P WebUI

Username: [admin |

Password: [sssee

Logon

To register the Atcom Phone we have two methods: Manual Configuration and
AutoProvisioning using Elastix’s Endpoint Configurator.
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MANUAL CONFIGURATION

1. Use the information from the Add SIP Extension page (Figure 4-4) to enter the
following necessary information on “VOIP => SIP 1” section of the Atcom Phone
WebUI:

Server Address: Elastix Server’s IP Address (192.168.1.65 in this example)
Account Name: 301 in this example

Password: ‘h7Dka3Rf9si0t’ in this example

Phone number: 301 in this example

Enable Register: Checked

Display Name: “AtcomUser” in this example

Figure 4-8. Account Configuration
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2. Once you have entered the required information, click on “Apply’ button located at
the end of the page. To check if the phone is registered, refresh the current page and see
the “Register Status” label. If the phone is not register make sure you have entered the
right information (Figure 4.9).

Figure4.9. VOIP
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3. Configure the other IP (SIP) Phone with the correct parameters.
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4. To test the Atcom AT620P, pick up the previously configured IP (SIP) Phone and
call the AT620P’s extension number (301 in this example). When the call is established,
speak into the phone and verify that the other IP (SIP) Phone can hear your voice.
Check this by calling from both ends. This step completes the manual procedure.
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AUTOPROVISIONING USING ELASTIX’S ENDPOINT
CONFIGURATOR

1. IntheElastix WebUI go to “PBX => Endpoint Configurator” (Figure 4-10).

Figure 4.10 Endpoint Configurator
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2. Next to the “Discover Endpoints in this Network” button, type the address where
the phone is located and click the button. Thiswill generate alist with all the
phones available in that network (Figure 4-11).

Figure 4.11 Endpoint Configurator
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3. Inthe row where the phone you want to autoprovision is located (find it according
to either its MAC or IP Address):

Mark the checkbox

From the drop-down list, select the correct “Phone Type” (phone model) of the
phone

From the drop-down list, select the “User Extension” you want to assign to the
phone
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* || WARNING:

Figure 4.12 Endpoint Configurator
:

il Monitoring  [Endpoint Gonfigurator|

of a ce 1S ool sh O anel Vol videl
[% Endpoint Configurator @k & ?

| Dismiss

It can take several minutes, because your ip address has some devices, 65536

|192.168.1.0/24 Discover Endpoints in this Network Page (1 |of 1
MAC Address IP Address Vendor Model Extension to assign Current Extension
00:09:45:58:C2:10  192.168.1.139 Atcom / Palmmicro Communicat tions -- Unselected -- j Select a model j Not Registered
00:15:65:23:47:83  192.168.1.179 Yealink / Xiamen Yealink Network Technology Co. -~ Unselected -- | Select a model | Not Registered
00:09:45:58:29:A6  192.168.1.195 Atcom / Palmmicro Communicat tions AT620 | SIP: AtcomAT620P <301> 7| NotRegistered =
00:08:5D:13:35:47  192.168.1.217 Aastra / Aastra -- Unselected -- 7| Select a model | Not Registered

4. Click the “Set” button. This will reboot the phone. After the phone has finished

rebooting, it will be automatically configured with the selected User Extension.

Configure the other IP (SIP) Phone with the correct parameters.

To test the Atcom AT620P, pick up the previously configured IP (SIP) Phone and
call the AT620P’s extension number (301 in this example). When the call is
established, speak into the phone and verify that the other IP (SIP) Phone can hear
your voice. Check this by calling from both ends.



